Testovani sité IP Multimedia Subsystem

Priloha A

Modifikace  zdrojového kodu PBX Asterisk v  souboru  Asterisk/
channels/chan_sip.c dle [23]. Uprava zad¢ina na fadku 14079 a kon¢&i na fadku
14092.

/* Find out what they require */
requi red = get header(req, "Require");
if (last_strlen_zero(required)) {
required_profile = parse_sip_options(NULL
required);
if (required profile &k required profile !=
S| P_OPT_REPLACES) {
/[* At this point we only support REPLACES */
/1 transmt_response_w th _unsupported(p, "420
Bad extension (unsupported)", req, required);
ast _| og(LOG_WARNI NG, "Recei ved SIP I NVI TE
wi th unsupported required extension: %\
n", required);
p->invitestate = | NV_COVPLETED,
if (!'p->lastinvite)
si p_scheddest r oy(p, DEFAULT_TRANS_ TI MEQUT) ;
/'l return -1,

}
}
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